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(Abstract)
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A TIME−FREQUENCY DOMAIN APPROACH FOR PITCH−PEAK PICKING OF NOISY SPEECH
(Abstract)

Letter−S Menu



     Alex Shtainman

Organization :
Tel Aviv University, Israel

Paper(s) :

RESTORATION OF ATMOSPHERIC TURBULENT VIDEO CONTAINING REAL MOTION USING RANK
FILTERING AND ELASTIC IMAGE REGISTRATION  (Abstract)

Letter−S Menu



     Cyrille Siclet

Organization :
IUT de Saint−Dié, France

Paper(s) :

DESIGN OF PERFECT RECONSTRUCTION MODULATED FILTER BANKS WITH ARBITRARILY HIGH
NUMBER OF SUBBANDS  (Abstract)

Letter−S Menu



     Giovanni Sicuranza

Organization :
DEEI−University of Trieste, Italy

Paper(s) :

NONLINEAR ACTIVE NOISE CONTROL  (Abstract)

Letter−S Menu



     Jan Sijbers

Organization :
University of Antwerp, Belgium

Paper(s) :

DETECTION OF BRAIN ACTIVATION FROM MAGNITUDE FMRI DATA USING A GENERALIZED
LIKELIHOOD RATIO TEST  (Abstract)

Letter−S Menu



     Thomas Sikora

Organization :
Technical University of Berlin, Germany

Paper(s) :

COMBINATION OF PHONE N−GRAMS FOR A MPEG−7−BASED SPOKEN DOCUMENT RETRIEVAL
SYSTEM  (Abstract)

AUDIO SPECTRUM PROJECTION BASED ON SEVERAL BASIS DECOMPOSITION ALGORITHMS
APPLIED TO GENERAL SOUND RECOGNITION AND AUDIO SEGMENTATION  (Abstract)

Letter−S Menu



     Lenildo Silva

Organization :
PEE/COPPE/UFRJ, Brazil

Paper(s) :

A ROBUST METHOD FOR CAMERA CALIBRATION AND 3−D RECONSTRUCTION FOR STEREO
VISION SYSTEMS  (Abstract)

Letter−S Menu



     Magno Silva

Organization :
University of São Paulo, Brazil

Paper(s) :

AN ACCELERATED CONSTANT MODULUS ALGORITHM FOR SPACE−TIME BLIND EQUALIZATION
(Abstract)

Letter−S Menu



     Eric Simon

Organization :
LIS, France

Paper(s) :

SYNCHRONIZATION OVER RAPIDLY TIME−VARYING MULTIPATH CHANNELS FOR CDMA
DOWNLINK RECEIVER IN TIME−DIVISION MODE  (Abstract)

Letter−S Menu



     Pierre Siohan

Organization :
Frznce Télécom R&D, France

Paper(s) :

DESIGN OF PERFECT RECONSTRUCTION MODULATED FILTER BANKS WITH ARBITRARILY HIGH
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